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Grandstream Device Configuration

[SEHiS| Basic Settings Advanced Settings FXO Lines FXO Line Test Channels Dial-plan Profile 1 Profile 2 Profile 3
Hardware Revision: Main—- 2.0 Rev A Part Number-- 966-00003-20A
MAC Address: 00:0B:82:2D:6F:41
IP Address: 172.17.0.146
Product Model: GXW4104
Software Version: Program--134.10 Loader--1.134 Boot-1132
System Up Time: 0 day(s) 3 hour(s) 46 minute(s)

Registered:
Phone Number 1: Yes
Phone Number 2: Yes
Phone Number 3: No
Phone Number 4: No
PSTN Lines:

Line 1: Connected. idle.
Line 2: Connected. idle.
Line 3: Not Connected
Line 4: Not Connected
PPPoE Link Up: disabled
detected NAT tvpe is open Internet
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Grandstream Device Configuration
‘Status [BaSiESEEnGs] Advanced Settings FXO Lines FXO Line Test Channels Dial-plan Profile 1 Profile 2 Profile 3.
Web Access: @HTTP O HTTPS
Web Port: 80 (default for HTTP is 80 and HTTPS is 443)
End User Password: (purposely not displayed for security protection)
TP Address: ) gynamically assigned via DHCP (non-default) or PPPoE:
(will attempt PPPoE first if PPPoE setting is non-blank)

DHCP hostname (Option 12):
DHCP domaim (Option 15):

DHCP vendor class ID (Option 60): Grandstream GXW4104
PPPoE account ID:
PPPoE account password:
PPPoE service name (option):
Preferred DNS server: 0 40 40 .0
@ statically configured (default) as:
IP Address: 1m7m |17 .0 . 146
Subnet Mask: 255 |J285 |]2565 |.O
Default Router: 172 (172 |10 .12 B
DNS Server 1: 172|172 |0 .12
DNS Server 2: 151 .99 4125 |12

Time Zone: GMT+1:00 (Paris, Amsterdam, Berlin, Rome, Vienna, Madrid, Warsaw, Brussels) -
Allow DHCP Option 2 to override Time Zone setting:

T . @% & 0w




Configurazione Granstream GXW4104 con FreePBX/Elastix/PBXinaFlash/Trixbox

& Grandstream Device

Eile Modifica Visualizza Cronologia Segnalibri Strumenti Aiuto

x E_l Nuova scheda

[g Elastix - Caller name lookup source - .. I || Grandstream Device Configuration

( \(-/L\ | [ http://172.17.0.146/ config.htm 77 - || (28 Google Pl a
|24 Piti visitati “+=  PEXINAFLASH 172.1... | Admin powermedia n... ﬂ Software per l'accesso ... [ Free Support Motes - F... || Telefono Giuseppe | | Nerd vittles
Grandstream Device Configuration
'Status Basic Settings IAGVANGEAISSEGNGS FXO Lines FXO Line Test Channels Dial-plan Profile 1 Profile 2 Profile 3
Admin Password: eeess (not displayed for security reason)
G723 rate: @ 6 3kbps encoding rate @) 5 3kbps encoding rate L
Voice Frames per TX: 2 {up to 10/20/32/64 for GT11/G726/G723/other codecs respectively) 1
Layer 3 QoS: 0 (Diff-Serv or Precedence value)
Layer 2 QoS: 802.1Q/VLAN Tag 0 802.1p priority value 0 (0-7)
local RTP port: 5004 (1024-65535, default 5004)
Use random local RTP port: @ No © Yes
keep-alive interval: 20 (in seconds, default 20 seconds) —
Use NAT IP: (if specified, this will be used in SIP/SDP message}
STUN server: (URI or IPport)
Firmware Upgrade and Upgrade Via © TFTP @ HTTP
Provisioning: Firmware Server Path: 72.172.83.110

Config Server Path: 72.172.83.110

Firmware File Prefix:
Firmware File Postfix:
Config File Prefoc
Config File Postfix:
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Grandstream Device Configuration

m

FXO Termination
1. Enable Current Disconnect(Y/N)- chi1-4:MN; (defanlt Y-yes)
If enabled. use threshold: ch1-4.100; (default 100ms. range 5 ~ 65530 ms)
2. Enable Tone Disconnect(Y/IN): ch1-4; (defanlt No: If yes. use busy tone settings)
3. Enable Polarity Reversal(Y/N)- chi1-4:MN; (defanlt No; Consult your carrier) i
4. Enable Call Answer Supervision(Y/N): ch1-4N; (default No; Consult your carrier)
5. Silence Timeout(X1s): ch1-4:60; (default 60s)
6. Incoming Call Ring Timeout(X1s): ch1-4:6; (2-10s, default 6s)
7. AC Termmation Impedance: chl-4:2; (0-15, default 0)

AC Termination Impedance Vahes (015, default 0)
0 - 600 Obm ¢ North American }

1-900 Ohm

2 - 270 Ohm + (750 Ohm || 1500F) and 275 Obm + (780 Ohm || 150aF)
3 - 220 Ohm + (820 Ohm || 1200F) and 220 Ohm + (820 Ohm || 115aF)
4370 Ohm + (620 Ohm || 310nF)

5 - 320 Ot + (1050 Ohm || 230uF)

6 - 370 Ohm + (820 Ohm || 110nF)

7 - 275 Otun + (78 Ohm || 150 oF)

§ - 120 Ohm + (820 Ohm || 110 nF)

9 - 350 Ohm + (1000 Ohm || 210aF)
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Grandstream Device Configuration

Phone Number Settings

Channel(s) SIP User ID Authenticate [D Authen Password Profile ID
11 101 101 Profile 1 = E
2|2 102 102 Profile 2 - |
2 Profile 1 ~
4. Profile 1 =
Call Progress Tones

[Syntax: ch x-y: fl=val@vol f2=val@vol.c=onl/off1 -on2/off2-on3/off3; . ]
Note : fl f2-frequency(Hz); vol-volume(dB); c-cadence(10ms, 0-continuous)

1. Dial Tone: ch1-4:f1=425@-12 f2=425(@-12,c=200/200-600/1000;
2. Ringback Tone: ch1-4:f1=425@-20.f2=480&@-11.c=1000/4000;
3. Busy Tone: ch1-4:f1=480@-11.22=620@-11.c=50/50:
4. Reorder Tone: ch1-4:f1=425@-12,f2=620(@-11,c=250/250;
Channel Voice Setting
1. Tx to PSTN Audio Gain(dB): ch1-4:1; (-12-12, default 1)
2. Rx from PSTN Audio Gain(dB): ch1-4:0: (-12-12, default 0)
3. Silence Suppression(Y/IN): ch1-4Y; (default Yes)
4. Echo Cancellation(Y/N): ch1-4Y; (default Yes) i
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Channel Voice Setting o
1. Tx to PSTN Audio Gain(dB): ch1-4:1: (-12-12, default 1)
2. Rx from PSTN Audio Gain(dB): ch1-40; (-12-12, default 0)
3. Silence Suppression(Y/IN): ch1-4:Y: (defanlt Yes)
4 Echo Cancellation(Y/N): ch1-4Y: (default Yes)

Channel Specific Setting

1. DTMF Methods(1-7): ch1-4:2; (default 1)
(1ldin-andio, 2RFC2833, 3:1+2_ 4:SIP Info, 5:1+4, 6:2+4, 7:1+2+4)
2. No Key Entry Timeout(X1s): chi1-4:4; (1-9, default 4)
3. Local SIP Listen Port: ch1-4:5060++ (default chl1-4:5060++) .
4. SRTP Mode(1-3): ch1-4:1; (default 1)

(1:disabled, 2-enabled but not forced, 3-enabled and forced)

Port Scheduling Schema (Voip-=PSTN)
1. Round-robin and/or Flexible: -4 (default rr:1-4;)
(Syntax: rr- pert_group; [.])
{Default: rr:1-4; round-robin of all ports )}
2. Prefix to Specify Port(] stage dialing a0 (defaukt 99)
method):

[

(Syntax: prefix + ch# + dialing# will request the ch# per call)
(Note that this code has to prefix dialplan number and prefix doesn't impact round-robin)

[ Update ] [ Cancel ] [ Rebcm]
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Grandstream Device Configuration
Status Basic Settings Advanced Settings EXO Lines EXO Line Test Channels Dial-plan FFSfileil Profile 2 Profile 3
Activate Profile: @ Yes © No
Profile Name: {Optional, name of your profile)
SIP Server: 17217.0.196 {Server domain name or IP address) |
Qutbound Proxy: 17217.0.196 {Domain name or [P address f in use} 3
Use DNSSRV: @ No  © Yes
User ID is phone number: @ No @ Yes
SIP Registration: © Yes O No
Unregister On Reboor: © Yes ©@ No
Register Expiration: 60 (in mimites. default 1 hour, max 45 days)
SIP Registration Failure Retry Wait Time: 20 (in seconds Between 1-3600, default is 20) e
SIP Iransport: @ UDP O TCP
NAT Traversal (STUN): @ No O No, but send keep-alive O Yes
Proxy-Reguive: (content for SIP Proxy-Require header)
Early Dial:  ® No @ Yes (use "Yes" only if proxy supports 484 response)
Session Expiration: 180 (in seconds. default 180 seconds)
Min-SE: 90 (in seconds. default and minimum 90 seconds)
Caller Request Timer: O Yes @ No (Request for timer when making outbound calls)
Callee Request Timer: () Yes  © No (When caller supports timer but did not request one)
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SIP Transport: @ UDP O TCP &
NAT Traversal (STUN): @ No @ No, but send keep-alive  © Yes
Proxy-Reguire: (content for SIP Proxy-Require header)
Early Dial: ® No © Yes (use "Yes" only if proxy supports 484 response)
Session Expiration: 180 (in seconds. default 180 seconds)

Min-SE: 90 (in seconds. default and minimum 90 seconds)
= @ No (Request for timer when making outbound calls)
@ No (When caller supports timer but did not request one)

Caller Reguest Timer:
Callee Reguest Timer:

Force Timer: @ No (Use timer even when remote party does not support)

UAC Specify Refresher: O UAS @ Omit (Recommended)
UAS Specify Refresher: @ UAS (When UAC did not specify refresher tag)
Force INVITE: @ No (Always refresh with INVITE instead of UPDATE)
Enable 100rel: @ No
Refer-To Uses Target Contact @ No O Yes
INVITE Ring-no-answer Timeout: 40 (in seconds. default 40 seconds)
choice 1: PCMU  ~ choice 5:  GSM - =
Preferved Vocoder: choice 2: PCMA - choice 62 GSM -
(in listed order) choice 3: G7231 ~ choice 7: PCMU =~
choice 4 G.729AB ~ choice 8 PCMU -
Special Feature:  Standard  ~
[ Update ] [ Cancel I l Reboot I
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Grandstream Device Configuration
Status Basic Settings Advanced Settings FXO Lines FXO Line Test Channels Dial-plan Profile 1 [PFofilél2 Profile 3
Activate Profile: @ Yes © No
Profile Name: {Optional. name of your profile)
SIP Server: 172170196 (Server domain name or [P address)
Outbound Proxy: 172170196 (Domain name or IP address if m use) i
Use DNSSRV: @ No O Yes
User ID is phone number: @ No O Yes
SIP Registration: @ Yes © No
Unregister On Reboot: © Yes @ No
Register Expiration: 60 (in mmutes. default 1 hour, max 45 days)
SIP Registration Failure Retry Wait Time: 20 (in seconds. Between 1-3600, default is 20) [
SIP Transport: @ UDP O TCP
NAT Traversal (STUN): @ No  © No, but send keep-alive @ Yes
Proxy-Require: (content for SIP Proxy-Require header)
Early Dial: @ No ) Yes (use "Yes" only if proxy supports 484 response)
Session Expiration: 180 (in seconds. default 180 seconds)
Min-SE: 90 (in seconds. default and minimum 20 seconds)
Caller Request Timer: 0 Yes @ No (Request for timer when making outbound calls)
Callee Request Timer:  © Yes @ No (When caller supports timer but did not request one)
i) L TS W ¢ B Aln T Tan bia L fo et " = e
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SIP Transporr: @ UDP © TCP -
NAT Traversal (STUN): @ No  © No, but send keep-alive @ Yes
Proxy-Reguire: ({content for SIP Proxy-Require header)
Early Dial: @ No ) Yes (use "Yes" only if proxy supports 484 response)
Session Expiration: 180 (in seconds. defanlt 180 seconds)
Min-SE: 90 (in seconds. default and minimum 90 seconds)
Caller Request Timer: ) Yes @ No (Request for timer when making outbound calls)
Callee Request Timer: ) Yes @ No (When caller supports timer but did not request one)
Force Timer: O Yes @ No (Use timer even when remote party does not support)

UAC Specify Refresher:  © UAC © UAS @ Omit (Recommended)

UAS Specifv Refresher: @ UAC © UAS (When UAC did not specify refresher tag)
Force INVITE: © Yes @ No (Always refresh with INVITE instead of UPDATE)
Enable 100rel: © Yes @ No

Refer-To Uses Target Contact @ No ® Yes
INVITE Ring-no-answer Timeour: 40 (in seconds. defaunlt 40 seconds)
choice 1: PCMU - choice 51 GSM - =
Preferrved Vocoder: choice 2:  PCMA  ~ choice 6:  GSM -
(in listed order) choice 3: G.7231 choice 7:  PCMU
choice 4: G.729A/B ~ choice 8 PCMU -

Special Fearwye: Standard -

[ Update ] [ Cancel ] [ Reboot]
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m Main Menu | X

® P b : het
FreePBX Admin =~ Reports = Panel = Recordings | Help INA i ‘
FreePBX 172.17.0.196

LASH
Setup  Tools English -

LLISSSSESS  Edit SIP Trunk 3
FreePBX System Status

Module Admin @ Delete Trunk 101

I

Extensions In use by 1 route

Fax Configuration

Feature Codes General Seftings

General Settings

Outbound Routes Trunk Description: 1

X Outbound Caller ID:  101]

Administrators CID Options: Allow Any CID -
PRSI RR e ] Maximum Channels:

uhound Houles, Disable Trunk- [IDisable

gap canneiDiD: Monitor Trunk Failures: [CIEnable

Announcemenis

Rlacklist QOutgoing Dial Rules

CallerlD Lookup Sources

Day/Night Control Dial Rules:

Follow Me

IVR

Nuens Prinritise 5
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BB e N

Callback Outgoing Settings i
Conferences
DISA Trunk Name: m
Languages PEER Details:
Misc Applications context=from-trunk
Misc Destinations hea L vnamic
y secret=101
Music on Hold DL Ericnd
PIMN Sets dtmfmode=rfc2833

Paging and Intercom
Parking Lot

Phone Restart
System Recordings
VoiceMail Blasting

Incoming Settings

m

USER Context:
USER Details:
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Setup  Tools English -

LLISSSSESS  Edit SIP Trunk 3
FreePBX System Status

Module Admin @ Delete Trunk 102

.

Extensions In use by 1 route

Fax Configuration

Feature Codes General Settings

General Settings

Outbound Routes Trunk Description: 102

: Outbound Caller ID: 102

Administrators CID Options: Allow Any CID -
PRSI RR e ] Maximum Channels:

uhound Houles, Disable Trunk- [IDisable

gap canneiDiD: Monitor Trunk Failures: [CIEnable

Announcemenis

A Qutgoing Dial Rules

CallerlD Lookup Sources

Day/Night Control Dial Rules:

Follow Me
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Callback QOutgoing Settings

Conferences

DISA Trunk Name: 102
Languages PEER Details:

Misc Applications context=from-trunk

Misc Destinations host=dynamic

- secret=102
Music on Hold type=friend

PIN Sets dtmfmode=rfc2833
Paging and Intercom

Parking Lot

Phone Restart i
System Recordings
VoiceMail Blasting

Incoming Settings

m

USER Context:
USER Details:




